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(57) Abstract: 

PROBLEM TO BE SOLVED: To provide a high frequency 
compensating device and its method capable of virtually 
compensating the high frequency of a sound signal of 
which frequency band is limited. 

SOLUTION: An analog sound outputted from an analog 
sound source 11 of which upper limit frequency is 
limited to 8kHz is sampled by an A/D converter 123 in a 
processing part at 16kHz corresponding to twice the 
upper limit frequency and the sampled signal is fetched 
as a digital signal. So-called zero order interpolation 
is applied to the center of the digital signal to obtain 
a 32kHz digital signal and low pass filtering processing 
for the 32kHz digital signal is executed. After applying 
envelope processing to a prescribed characteristic, the 
digital signal is restored to an analog sound at 32kHz 
through a D/A converter 124 and the analog sound is 
outputted from a speaker 14 through an amplifier 13. 
Consequently virtual high frequency compensation for a 
sound signal of which frequency band is limited can be 
attained by the processing. 
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